
A V2VIP™ Solution from Wind Currents Communications, Inc. 
 

 

GXP1450 IP Phone is a 2-line with 2 SIP accounts next-generation enterprise grade SIP phone that 
delivers superior HD audio quality, rich and leading edge telephony features, automated provisioning, and 
personalized information. Combined with a V2VIP™ Calling Plan, this product is a cost effective choice 
for a SMBs and enterprise users needing an affordable, high-quality IP Phone.—$69.99 
 

• 2 dual line color keys 
• Full-duplex hands free speakerphone 
• 180x60 pixel graphic backlit LCD display 
• HD wideband audio  
• Automated personalized information (i.e. local weather) 
• Auto-configuration provisioning  
• Dual switched auto-sensing 10M / 100Mbps network ports  
• Personalized music ring tone / ring back one 
• Large phonebook up to 500 contacts 

 
This budget-friendly SIP phone features: 2-line appearance, 180 x 60 graphic displays, 

3 XML programmable soft-keys, 3-way conference and, integrated POE 
 

Main Features 
 

• SIP Compliant and Protocols—SIP RFC2361, TCP/IP/UDP, RTP/RTCP, HTTP/HTTPS, ARP/RARP, 
ICMP, DNS (A record and SRV/NAPTR), DHCP, PPPoE, TFTP, NTP, STUN, SIMPLE 
 

• Network Interfaces—Dual switched 10/100Mbps ports with integrated PoE 
• Graphical Display—Back-lit 180x60 pixel graphical LCD display 
• Feature Keys—2 line keys with dual color LED, 2 SIP accounts, 3 XML programmable soft keys, 5 
navigation/menu/volume keys, 10 dedicated function keys (Hold, Speakerphone, Transfer, etc) 
 

• Voice Codecs—Support G.723.1, G.729 A/B, G.711 u/a, G.726-32, G.722 (wide-band), iLBC, in-band 
and out-of-band DTMF (in audio, RFC2833, SIP INFO)  
• Telephony Features—Hold, transfer, forward, 3-way conference, call pickup, shared-call-appearance 
(SCA), bridged-line-appearance (BLA), call waiting, call log, customized screen / ringtone, auto-answer 
• HD Audio—Speakerphone and Handset  
 

• Upgrade and Provisioning—Firmware upgrade via TFTP/HTTP, mass deployment using central 
secure provisioning file 
  

• Quality of Service—Layer 2 (802.1Q, 802.1p); Layer 3 (ToS, DiffServ, MPLS) QoS 
  

• Security—User and administrator level passwords, MD5 and MD5 -sess based authentication, AES 
based secure based configuration file, SRTP, TLS 
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• Power—Universal power adapter (Input: 100-240VAC 50-60Hz; Output: +5VDC, 800mA, Integrated      
Power over Ethernet 
  

• Physical—Dimension: 186mm x 210mm x 81mm); Unit weight: 0.8kg 
  

• Temperature / Humidity—32 - 104°F / 0 - 40°C, 10 - 90% (non-condensing) 
  

• Compliance—FCC, CE, C-Tick 

 
Additional Features 
 

• Full-duplex speakerphone    • Base stand with 2 angle positions  
• Headset jack (2.5mm and RJ22)   • Hold, Mute, Transfer, Forward  
• 3-way conference     • Call Waiting  
• Call Log      • Auto-answer  
• Off-hook auto-dial     • Downloadable Phonebook  
• Multi-language—English, Spanish, French, German  
• Server redundancy, fail-over support 
 

 

Make the Call and See! 
Wind Currents Communications, Inc. 

Tel: 845 247 5135 • Fax: 845 679 9472 • Toll-Free: 877 4BIZ V2VIP (424 9828) 
Email: sales@wccivoip.com • Web: www.v2vipvideophones.com  

 
 


